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The research progress in speech compression
coding technology

SHI Lei, SHANG Qiu-feng, LI Jian-yu
(North China Electric Power University, Baoding 071003, Hebei, China)

Abstract: In order to satisfy demands of the digital communication and other commercial applications,
the speech compression technology has been developed rapidly. The present research progress in speech
compression technology is introduced in this paper including CVSD, wavelet analysis and its application
to speech coding, MPLPC, DP-CELP, MPD-USACELP, WI and quantification of LSF. These algorithms
are analyzed and compared. Their characteristics and applicable scopes are summarized. Some algorithms
applied to DSP are also introduced.
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